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La fondation xiphophorus vient encore de franchir une étape en sortant la version 1.0 du codec speex. La communauté du libre dispose maintenant d'un codec dédié à la compression de la voix totalement indépendant de tout brevet ce qui est très intéressant pour les applications utilisant le VoIP (Voice over IP - transmission de la voix par IP) comme gnomemeeting.
The Technology





Speex is based on CELP and is designed to compress voice at bitrates ranging from 2 to 44 kbps. Some of Speex�s features include:





    * Narrowband (8 kHz), wideband (16 kHz), and ultra-wideband (32 kHz) compression in the same bitstream


    * Intensity stereo encoding


    * Packet loss concealment


    * Variable bitrate operation (VBR)


    * Voice Activity Detection (VAD)


    * Discontinuous Transmission (DTX)





Note that Speex has a number of features that aren�t in other codecs such as intensity stereo encoding, integration of multiple sampling rates in the same bitstream, and a VBR mode; see our comparison page for more.
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